Journal of
Marine Science

and Engineering

Article

Null Broadening Beamforming for Passive Sonar Based on
Weighted Similarity Vector

Yuhao Wang

check for
updates

Citation: Wang, Y.; Zhang, Z. Null
Broadening Beamforming for Passive
Sonar Based on Weighted Similarity
Vector. J. Mar. Sci. Eng. 2023, 11, 1858.
https://doi.org/10.3390/
jmse11101858

Academic Editor: Rafael Morales

Received: 20 August 2023
Revised: 10 September 2023
Accepted: 20 September 2023
Published: 25 September 2023

Copyright: © 2023 by the authors.
Licensee MDPI, Basel, Switzerland.
This article is an open access article
distributed under the terms and
conditions of the Creative Commons
Attribution (CC BY) license (https://
creativecommons.org/licenses /by /
4.0/).

and Zhenkai Zhang *

Ocean College, Jiangsu University of Science and Technology, Zhenjiang 212003, China;
211110304107@stu.just.edu.cn
* Correspondence: zhangzhenkai@just.edu.cn; Tel.: +86-138-5298-7957

Abstract: Beamforming technology is very important for passive sonar to detect targets. However,
the performance of a beamformer is seriously degraded in practical applications due to the complex
and changeable underwater environment. In this paper, a null broadening algorithm for passive sonar
based on a weighted similarity vector is proposed for underwater fast-moving strong interference
signals. First, the covariance matrix was reconstructed through the correlation between the steering
vector and the subspace eigenvector, which was used to calculate the similarity vector. Then, the
maximum power in the interference angle sector was used as the virtual interference source power to
broaden the null in the angle sector. Next, the difference between the optimal weight vector and the
similar vector was minimized, the interference-plus-noise power constraints and norm constraints
were added, and the equation was written as a quadratic constrained quadratic programming
(QCQP) problem, which was converted into a convex optimization problem by using the semidefinite
relaxation technique. Finally, the optimal solution was calculated by using eigen decomposition.
The simulation results show that the algorithm can guarantee deep nulling and effectively suppress
sidelobe height under various error conditions, which shows that the proposed algorithm has a good
suppression effect and strong robustness for fast strong interference.

Keywords: passive sonar; null broadening; robust adaptive beamforming; weighted similarity vector;

virtual interference source

1. Introduction

The detection performance of an underwater target is very important for passive
sonar. In the actual underwater weak target detection task, strong interference has a
certain impact on the detection results. Therefore, beamforming technology plays an
important role in this field. Capon beamforming technology is often used in passive
sonar arrays to improve the detection performance of weak target signals and suppress
interference [1]. However, the performance of a Capon beamformer is seriously degraded
in practical applications due to the influence of array element amplitude and phase errors,
array element position floating, and other problems [2]. Aiming at the problems arising
from the above practical application, many robust adaptive beamforming algorithms
have been proposed by scholars, such as loading algorithms [3], weight norm constraint
algorithms [4], covariance matrix reconstruction algorithms [5-7], etc. However, the nulling
formed by the above method in the interference direction is very narrow. When the
interference target moves rapidly or the array platform moves rapidly, the weight vector of
the beamformer cannot be updated in real time, which causes the target to move out of the
narrow nulling area, after which the suppression of strong interference by the beamformer
is seriously reduced.

In order to overcome the above problems, many scholars began to study the method
of null broadening. References [8,9] belong to covariance matrix tapers (CMTs) in essence.
Although they can effectively broaden the nulling, the virtual interference source disperses
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the interference power, resulting in a shallower depth of nulling and a lower gain for the
array. Reference [10] added similarity constraints on the basis of interference-plus-noise
covariance matrix reconstruction, which can effectively broaden the null and ensure the
width of main lobe and the height of sidelobe of the beamformer. Reference [11] applies
a CMT method to broadband beamforming, which can well suppress fast interference in
broadband beamforming. Reference [12] obtained the adaptive diagonal loading factor by
estimating the signal-to-noise ratio in the covariance matrix of the tapered sample and com-
bined it with the CMT method. This algorithm has good robustness and null broadening
effect when there are errors in array calibration. In reference [13], an SVR-CMT algorithm
was proposed that uses the CMT method to expand the null and control the sidelobe using
inequality constraints and changes the optimization problem to a standard SVR problem.
Reference [14] derived a new method for the reconstruction of the interference-plus-noise
covariance matrix from the simplified power spectral density function. This method en-
sures effectiveness and has less computational complexity. Reference [15] combines CMT
with a sidelobe canceller, which is more suitable for the technology in practical application,
and this method also has a lower calculation cost. In reference [16], in order to reduce
the computational complexity, a set of linear constraints is used to replace the quadratic
constraints of the original problem. This method broadens the null and improves the
array gain at the same time. The algorithm proposed in reference [17] can widen different
zeros according to prior knowledge, which can save more scene degrees of freedom. In
reference [18], during the reconstruction of the interference plus noise covariance matrix,
the power parameter is adjusted to control the depth of the null. In addition, the signal-
plus-noise covariance matrix is also reconstructed, and a new convex optimization problem
is solved to obtain the desired signal guidance vector. This algorithm has certain robustness
while eliminating the interference of fast motion. Reference [19] estimated the power
of the interference signal through eigen subspace theory and set the virtual interference
source to expand the null. This algorithm has a deeper null, lower sidelobes, and better
robustness. Reference [20] combines an optimization algorithm with a general regression
neural network and establishes a null model based on the data. The experiments show that
this algorithm has higher operation efficiency. Reference [21] uses a numerical method to
calculate the number of virtual interference sources and the reference frequency of the cone
matrix, then uses the cone matrix to reconstruct the covariance matrix and finally imposes a
constant beam width constraint. The method of adding virtual interference sources in this
method is more complex. Reference [22] used an uncertainty set and projection technology
to correct the signal steering vector and broadened null, respectively, and added diagonal
loading technology to improve the robustness of the algorithm. Nevertheless, some of
the above methods increase the sidelobe and main lobe width while broadening the null,
which leads to a decrease in array gain.

Aiming at the above problems caused by null broadening, this paper proposes a
null broadening beamforming method based on a weighted similarity vector (WSV). We
attempted to use the virtual interference source to broaden the null and used the recon-
structed interference-plus-noise covariance matrix to calculate the similarity vector. We
constructed a weighted similar objective function, added interference-plus-noise power
constraints and norm constraints to obtain low sidelobe and narrow main lobe width,
and wrote the problem as a QCQP problem. Then, the semidefinite relaxation method
and eigen decomposition were used to calculate the optimal solution. The simulation
results show that this algorithm can maintain great gain under various error conditions and
effectively suppress the sidelobe height and main lobe width. The above results show that
the proposed algorithm has greater effectiveness and robustness on fast strong interference
suppression.

The rest of this paper is structured as follows: Section 2 introduces the basic model
of array signals and the basic theory of the Capon beamforming algorithm. Section 3
introduces the specific steps of the algorithm proposed in this paper. Section 4 shows the
simulation results and analysis in various cases. Section 5 summarizes this paper.
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2. Signal Model

Consider a uniform linear array (ULA) with M elements. The array element is isotropic,
and the received signal is a narrowband far-field signal. Assuming that there are L incident
signals, the desired signal is incident in direction 6, while the remaining L — 1 interference
signals are incident in direction 6;(i = 1,2,...,L — 1), respectively. The complex vector
observed by the array at time ¢ is expressed as

x(t) = Y aisi(t) +n(t) (1)

_2md
where a; = [1,6 17X

: 27d ; .
sinbi .. eI T(M_l)smei} represents the steering vector of the ith

signal source; s;(t) represents the waveform of the ith signal source; and n(t) represents
additive white Gaussian noise. It is assumed that the desired signal, interference, and noise
are statistically independent. The covariance matrix of the array can be expressed as

R, =E [x(t)xH (t)] =R, + R, ?)
where E[-] represents the statistical expected Value;(-)H indicates conjugate transposi-
tion. Rs = oZapal! is the covariance matrix of the desired signal; o7 is the signal power;

L1

Ri,= Y% aizaialH + U,%I is the interference-plus-noise covariance matrix; al-z is the interfer-
i=1
ence signal power; 02 is the noise power; I is the identity matrix.

The array output signal can be expressed as y(t) = w!x(t), where w is the complex

weight vector of the beamformer. Therefore, the array output SINR is defined as

wHRw agleao|2

SINR = 3)

whiR;,w — whR; W
The Capon beamformer is realized by maximizing array output SINR:

min
WHRi+nW

4)

s.t. whag =1
The solution of Formula (4) is

-1
Ri-‘rnao (5)
allR7! a

0 Ni4n90

Wopt =

Substitute Formula (5) into Formula (3) to obtain the optimal output SINR expression

SINR,,; = o5ag R;;}, a0 (6)

In practical applications, the true value of the steering vector of the desired signal may

have deviation, and the theoretical covariance matrices R;, and Ry cannot be obtained.
Therefore, we usually use the sample covariance matrix R, instead of R,

R, = %2{; x(£)xH (8) %)

where K is the number of snapshots. Thus, the weight of the sample matrix inversion (SMI)

algorithm is
51
R,
W, S v — 8
opt a(l){Ran ( )



J. Mar. Sci. Eng. 2023, 11, 1858

40f13

3. Proposed Algorithm

In this section, a null broadening algorithm is proposed that uses the correlation
between eigenvectors and steering vectors to reconstruct the interference-plus-noise covari-
ance matrix and incorporates weighted similarity vectors. The algorithm mainly uses the
virtual interference source to broaden the null and construct a similarity vector using the
reconstructed interference-plus-noise covariance matrix to constrain the main lobe width
and sidelobe height of the beampattern.

3.1. Similar Vector Estimation

In order to reduce the adverse effects of widening the main lobe and increasing the
sidelobe caused by broadening the null, a similar vector wg is introduced. This paper
uses the reconstructed interference-plus-noise covariance matrix R;., and Formula (5) to
calculate wg. In order to filter the expected signal component in the signal covariance
matrix, the received signal covariance matrix Ry is eigendecomposed in this paper

L-1 M-1
R, = Uruf= ) Yuul® + 'yiujufl )
=L

i=0 j

where 7 is the eigenvalues in descending order, u is the eigenvector corresponding to 7.
The first L large eigenvalues are related to the received signal, and the last M — L small
eigenvalues are related to noise.

According to the properties of characteristic subspace

span{ag, a1, ...,ar—1} = span{ug,u1,..., ur_1} (10)

where span{ag, a1, ...,ar_1} is the subspace spanned by the incident signal steering vector,
span{ug,uy, ..., ur_1} is the signal subspace spanned by the eigenvector corresponding to
the incident signal. Because of the linear independence between u; (i=0,1,...,L—1), the
signal steering vector can be expressed linearly with u;

a; = kgjug + kyjup + - - + k(Lfl)iuLfl (11)

According to Formula (11), there is a certain linear relationship between a; and u;;
we can find the feature vector corresponding to the expected signal by calculating the
correlation between the steering vector of expected signal and the feature vector

H...
_ fa0"ui (i=0,1,...,L —1) (12)

cor(ao ) = M ¥ =

According to the maximum correlation coefficient obtained by calculating Equation
(12), the corresponding eigenvector u, and the corresponding eigenvalue 7. of the desired
signal can be obtained. Remove u, and 7, in Formula (9) to obtain the reconstructed
interference-plus-noise covariance matrix

A

Ritn = Unt )T 1 Ui 1) (13)
Then, Formula (13) is substituted into Formula (5) to obtain the similarity vector wg
5—1

R; a0

1

Wg = I
a Ri+naO

(14)

3.2. Null Broadening

Since the incident angle 6;(i=1,2,...,L —1) of the interference source is known, it is
only necessary to set up multiple virtual interference sources in the corner sector around 6;
to broaden the zero trap and achieve interference suppression within a certain range. In this
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paper, the virtual interference interval is set as Af, and the number of virtual interference
sources around each interference source is N, so the widening range of each interference
null is N-Af. The range of the ith corner sector is expressed as

A N-A0 N-A0

0= |0 — —— 0+ — (15)

Next, it is necessary to determine the appropriate virtual interference source power.
The Capon power spectrum expression is as follows

1
O o) "

In order to ensure a better performance of interference suppression of beamformers,
this paper estimates the power spectrum in the interference angle sector, finds the maximum
power in the region as the power of all virtual interference sources, which can ensure
the depth of the nulling while broadening the nulling. The power expression of the ith
interference angle sector is

0 = 1 jpeq 17
i max{aH(e)R,jla(e)l i} (17)

In order to estimate the noise power more accurately, this paper uses the average of
the small eigenvalues of the received signal covariance matrix as the noise power

1 M-1
A2 .
Then the interference-plus-noise covariance matrix can be reconstructed
i L-1 4 N A
Riy, =Y ., 07a(0)a"(0) + 671, 6 € (19)

3.3. Establishment and Solution of Objective Function

Based on the above two sections, the objective function can be established by using the
obtained similarity vector and the reconstructed interference-plus-noise covariance matrix.
It can be seen from the above that the calculated main lobe width and sidelobe height of
the beampattern formed by similar vectors have good performance. In order to control the
beampattern performance after null broadening, we use the similarity vector to construct
the objective function

"I w = we) | (20)
where A = [A1, Ay, ..., Apy] represents the similar weighting value, which is set by the user
according to the actual performance error of each array element. The purpose is to maintain
greater similarity between elements with better performance and values in similar vectors
and let elements with poor performance and more errors attempt more transformations.
According to Formula (3), the smaller the denominator is, the larger the SINR will be when
the expected signal is undistorted. Therefore, we constrain w/R;,,w to a small range to
control the SINR lower limit of the beamformer. In order to increase the robustness of
beamformer, we add norm constraints. The resulting optimization problems are as follows

min ~
A — wo) st WRw < 2w]? < 82 e1)

It is easy to see that problem (21) is a nonconvex quadratic constrained quadratic
programming (QCQP) problem, which is usually NP-hard. Next, we mainly study how to
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transform it into a convex problem and solve it. By introducing a new variable ¢ and t*> = 1,
we can transform problem (21) into the following form

mgmtr (RoggH)s.t. tr (R1ggH) < etr (RzggH> < &tr (R3ggH> =1 (22)
H _AH R.
Where g= w ,Ro = ATA AT Awg R = Ritn Opx1 LRy = Tvxm Opx1 ,Rs = Opmxm Opx1 .
t —wiARA  wHAH AW, 01.m 0 010 0 01,m 1

It can be seen that problems (21) and (22) have the same optimal value; the difference
between the two values is only ¢. Then we define a semidefinite matrix G = ggH ,G = 0.
After the relaxation of constraint rank(G) = 1 by the semidefinite relaxation method, then
the following question forms are obtained

metr(ROG)s.t. tr(R1G) < 2tr(RyG) < 82r(R3G) = 1G 3= 0 (23)

Problem (23) is a convex semidefinite programming (SDP) problem, which can be
easily solved by using the CVX toolbox in Matlab (version: 9.4.0.813654 (R2018a)). However,
the optimal solution of problem (23) is not necessarily the optimal solution of problem (22).
Generally, the rank of the result obtained by problem (23) is not 1. Therefore, the first thing
we should do is to judge the rank of G. If rank(G) = 1, the optimal solution of the original
problem can be easily recovered. If rank(G) > 1, it is necessary to obtain a suboptimal
solution by solving the following problems

min

. HG*ggHH2 (24)

F

It is not difficult to find that the optimal solution of problem (24) is the multiplication of
the maximum eigenvector of G and the square root of the maximum eigenvalue. Therefore,
we perform EVD decomposition of G to obtain its maximum eigenvector g, and maximum
eigenvalue p. Then the solution of problem (22) is

8 = Vg (25)

Finally, the solution of problem (21) is obtained. Algorithm 1 summarizes the flow of
the whole algorithm.

Algorithm 1: Proposed Algorithm Steps

stepl:  Calculate the similarity vector using Formulas (12) and (14);

Reconstruction of interference-plus-noise covariance matrix according to Formulas (17)
and (19);

step3:  Introduce a new variable t to transform problem (21) into problem (22);

Construct semidefinite matrix G = gg! to transform problem (22) into standard SDP

step2:

stepd: problem;
step5: Judge the rank of G, If rank(G) = 1, calculate g* according to G = g* g*H ; Otherwise,
po: skip to step 6;

step6:  Calculate g* using Formula (25);
step7:  Calculate w*.

4. Simulation Analysis

The simulation in this paper is based on a linear sonar array with 32 elements and
half wavelength element spacing. The desired signal incidence direction is set as 0°, the
two interference signal incidence directions are set as —20° and 40°, and the interference-
to-noise ratios (INRs) are set as 15 dB and 20 dB, respectively. The sound speed is set to
¢ = 1500 m/s. The noise is set to obey the Gaussian distribution of N (0, 1). All experimental
results are the results of 100 Monte Carlo tests.
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4.1. Performance Comparison between the Proposed Algorithm and Other Algorithms

In this section, the proposed algorithm (WSV) is compared with the sample matrix
inversion (SMI) algorithm, the covariance matrix tapers (CMT) algorithm, the linear con-
straint sector suppressed (LCSS) algorithm, Yu’s beamformer [19], and the theoretical
optimal value algorithm. The broadening ranges of zero depression are both [-23°,—17°]
and [37°,43°]. The virtual interference interval is 0.1°. The noise figure of the algorithm in
reference [19] is set to 0.1. The parameters of the algorithm proposed in this paper are as
follows: e =0.01,6 =1/M, A = [diag(O.S-I%X%),diag(O.S Am, M)

2 X7

4.1.1. Beampattern Effect in Ideal State

The simulation parameters were set as follows: the number of snapshots is 600,
and the desired signal-to-noise ratio (SNR) is 0 dB. It can be seen from Figure 1 that the
main lobe directions of the five algorithms are aligned to 0°, and null is formed in the
directions of —20° and 40°. However, SMI, CMT, and LCSS have high sidelobes and
poor noise suppression, and the nulling depth is relatively shallow. Both the algorithm
proposed in reference [19] and WSV have low sidelobes and deep null, indicating that the
two algorithms have a good interference suppression effect and can effectively suppress
interference within the range.

-20

-30

-40

-50

-60 -

Amplitude (dB)

-70

SMI
CMT
LCSS
Proposed
- - = = Yu(2022) [

-80

-90

‘ ‘ .
-100 -50 0 50 100
Angle (°)

Figure 1. Beampatterns of different algorithms in ideal state [19].

4.1.2. Output SINR Performance in Ideal State

The simulation parameters in Figure 2 are set as follows: the number of snapshots is
600 and the input SNR range is [-20,30] dB. It can be seen from Figure 2 that the output
SINR of SMI and LCSS algorithms increases with the increase in input SNR at a low signal-
to-noise ratio, and the increase tends to be gradual after SNR = 0. The SINR of CMT also
shows an upward trend in general and a downward trend in the end. This is because the
above three algorithms do not remove the desired signal component in the received signal
when calculating the weight vector, resulting in the signal component being suppressed
as interference under the condition of a large signal-to-noise ratio. Compared with the
algorithm in reference [19], WSV has a better effect in each SNR case, a stable growth
trend, and always approximates the theoretical optimal value. The simulation parameters
in Figure 3 are set as follows: the input SNR is 0 dB and the snapshot number range is
[40,400]. It is easy to see that the output SINR of SMI, CMT and LCSS are low under the
condition of low snapshot number. With the increase in snapshot number, the output
SINR gradually increases and tends to be flat. The algorithm in reference [19] and WSV
show a horizontal trend as a whole, which can still maintain good performance under low
snapshot conditions, and the WSV is slightly better than that in reference [19], which is
closer to the theoretical optimal value.
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Figure 2. Output SINR under different input SNRs in ideal state [19].
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Figure 3. Output SINR under different snapshot numbers in ideal state [19].

4.1.3. Output SINR Performance under Amplitude and Phase Disturbance Errors

The parameters set in Sections 4.1.2 and 4.1.3 are basically the same. On this basis, we
add amplitude and phase disturbance errors. It is assumed that the amplitude error of each

sensor follows N (1, 0.12) and the phase error follows N (0, 2002) . The m-th element of the
steering vector after adding amplitude and phase errors is expressed as

a(@)m =(1+ Am)e*f(znAmdsinGwLem) (26)

where A, represents amplitude error and €;, represents phase error.

Figure 4 shows that the performances of SMI, CMT, and LCSS drop sharply due to the
addition of amplitude and phase errors, which shows that their robustness is poor. The
upward trend of the algorithm in reference [19] is stable. Compared with the algorithm in
reference [19], WSV has better performance and is closer to the theoretical optimal value
while ensuring the growth trend. It can be seen that the algorithm proposed in reference [19]
and this paper have good robustness. The results shown in Figure 5 are almost identical to
those in Figure 3. The difference is that SMI, CMT, and LCSS only show a small increase
trend before the number of snapshots is 100, and then they keep floating up and down and
are affected by amplitude and phase errors. All values are low and the performance is poor.
Reference [19] and WSV have strong robustness, and the performance is almost unaffected
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by the number of snapshots. Although the addition of amplitude and phase errors can
affect the steering vector a, according to Equation (8), it can be seen that the final impact of
this error is still the weighted vector w. Meanwhile, the algorithm proposed in this article
directly optimizes w, thus effectively reducing the impact of this error.

50 T T T

40

30

SINR (dB)

—o—SMI
Optimal
CMT
LCsS

-30r% O/U’v —O— Proposed

—— Yu(2022)
40" . . . :

-20 -10 0 10 20 30
SNR (dB)

Figure 4. Output SINR under different input SNRs with amplitude and phase perturbation errors [19].

20 T T T T
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F——————— k% |
10
—— SMI
ot Optimal i
CMT
o LCSS
T —©— Proposed
o -10[ —*—Yu(2022) |
Zz
%)
20 1
a0l M |
0L — ! , ! , ! , ‘
50 100 150 200 250 300 350 400

Number of Snapshots

Figure 5. Output SINR under different snapshot numbers with amplitude and phase perturbation
errors [19].

4.1.4. Output SINR Performance with Array Element Position Error

The parameters of Section 4.1.4 are the same as those of Section 4.1.2. Considering
the disturbance of waves in the underwater environment, we add the position error of
the array element in this simulation to test the robustness of the beamformer. Assuming
that the position error Ad;(i = 1,2,..., M) of each array element is uniformly distributed
between [—0.1A,0.1A], the actual signal steering vector becomes

2tAdy . .21tAdy . .2mtAd .
a(h) = ya(0)=diag(e”/ ™7 Lsind ==y Asing | p=j Ty M sing) (27)

The results in Figure 6 show that the performance of SMI, CMT, and LCSS are seriously
degraded, and the SINR are almost unchanged after slowly rising under low signal-to-noise
ratio conditions. The robustness of WSV is consistent with that in reference [19], but the
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output SINR is about 4 dB higher than the algorithm in reference [19] under various signal-
to-noise ratio conditions. Figure 7 still shows the superior robustness of the algorithm
in the reference [19] and WSV, and the good performance not affected by the number of
snapshots in the environment where the array element position produces errors.

50
20 D
L ¥
40 15 /
30 HO /
—&—smi
20 -2 0 2 Optimal
o cMT
% LCSS
r —O— Proposed
z —%— Yu(2022)
(2]
B =
L

20 30

SNR (dB)

Figure 6. Output SINR under different input SNRs with array element position error [19].
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£ o=
5L . 57 \8/"\@/’_ N X\OA
20 4
25+ 4
30 — . ‘ ! ! . . s

50 100 150 200 250 300 350 400
Number of Snapshots

Figure 7. Output SINR under different snapshot numbers with array element position error [19].

4.2. Effect of Different Parameters on the Performance of the Proposed Algorithm

In this section, we focus on the performance of the proposed algorithm under different
parameter conditions. The following simulation parameters are set as SNR = 0 dB, the
number of snapshots is 600, and other parameters are consistent with Section 4.1.

4.2.1. Effect of Parameter ¢ on Beamformer Performance

Section 4.2.1 studies the performance differences of a beamformer under different ¢
conditions, in which the null width is 6°. It can be clearly seen from Figure 8 that with
the decrease in ¢, the null of the beamformer gradually becomes deeper, and the ability
to suppress interference becomes stronger. This is because the reduction in ¢ restricts the
interference-plus-noise power to a smaller range. The closer ¢ is to 0, the better interference
will be suppressed. Figure 9 shows that the smaller the value of ¢, the larger the output
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SINR under the same SNR. This is because the denominator of the SINR expression is
constrained to a smaller range, so the output SINR is larger.

———,

Amplitude (dB)
&
o

-80 |
£=1
2100 F €=0.1 i
————— €=0.05
€=0.001
_120 1 L Il 1 1 1 1
-100 -80 -60 -40 -20 0 20 40 60 80 100

angle (°)

Figure 8. Beampattern under different e conditions.

50
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m 20
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»n 10r
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0 e=1
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C —8—¢e=0.05
-10 ‘ —6—£=0001| ]|
20 L 1 1 1 1 1 1 1
10 15 20 25 30

SNR (dB)
Figure 9. Output SINR under different € conditions.

4.2.2. Effect of Nulling Width on Beamformer Performance
Section 4.2.2 sets € to 0.01 and studies the performance of beamformer under different
null width. It can be seen from Figure 10 that with the increase in the null width, the null
depth does not decrease significantly. This is because the power of the virtual interference
source used in this paper is the maximum power in the broadened area, so the interference
power will not decrease with the change in the null width. It can be seen from Figure 11
that the change in the null width has little effect on the output SINR. When the null width
is 4° and 16°, the output SINR only has a 1 dB difference. The simulation shows that the
performance of the proposed algorithm is not sensitive to the change in the null width
and has an obvious effect on suppressing the strong interference of fast movement, with

strong robustness.
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5. Conclusions

In this paper, a new null broadening Capon beamformer is proposed to effectively
suppress the influence of strong interference caused by rapid underwater movement. The
algorithm uses the covariance matrix after removing the desired signal components to
calculate the similarity vector. Then the null trap is broadened by setting virtual interference
sources around the interference. Next, the difference between the weight vector to be
calculated and the similar vector is minimized, and interference and noise power constraints
are added. Finally, we use the semidefinite relaxation technique and eigen decomposition
to calculate the optimal solution. The simulation results show that the algorithm can
effectively suppress the sidelobe height while ensuring the deep null, and the null depth
will not become shallow with the increase in the null width. Application in different scenes
reflects the effectiveness and robustness of the beamformer.
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